010129: Aug 24 05:47:51.463: //-1/xxxxxxxxxxxx/SIP/Msg/ccsipDisplayMsg:
Sent:

INVITE sip:0033142817777 @< Dest IP>:5060 SIP/2.0

Via: SIP/2.0/UDP < Source IP>:5060;branch=z29hG4bK10624EF
Remote-Party-ID: "JP.419" <sip:419@< Source IP>>;party=calling;screen=no;privacy=off
From: "JP.419" <sip:419@< Source IP>>;tag=37EB2C50-1A58

To: <sip:0033142817777 @< Dest IP>>

Date: Mon, 23 Aug 2010 20:47:51 GMT

Call-1D: 87CE8E56-AE2E11DF-8E2ADE24-8EFE209D @< Source P>
Supported: 100rel,timer,resource-priority,replaces,sdp-anat

Min-SE: 1800

Cisco-Guid: 2253700611-2922254815-2384846372-2399019165
User-Agent: Cisco-SIPGateway/I0S-12.x

Allow: INVITE, OPTIONS, BYE, CANCEL, ACK, PRACK, UPDATE, REFER, SUBSCRIBE, NOTIFY, INFO,
REGISTER

CSeq: 101 INVITE

Max-Forwards: 70

Timestamp: 1282596471

Contact: <sip:419@< Source IP>:5060>

Expires: 180

Allow-Events: telephone-event

Content-Type: application/sdp
Content-Disposition: session;handling=required

Content-Length: 241



v=0

0=CiscoSystemsSIP-GW-UserAgent 6085 1308 IN IP4 < Source IP>
s=SIP Call

c=IN IP4 < Source IP>

t=00

m=audio 18246 RTP/AVP 0 101

c=IN IP4 < Source IP>

a=rtpmap:0 PCMU/8000

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-16

a=ptime:20

010130: Aug 24 05:47:51.751: //-1/xxxxxxxxxxxx/SIP/Msg/ccsipDisplayMsg:
Received:

SIP/2.0 100 Trying

Via: SIP/2.0/UDP < Source IP>:5060;branch=z29hG4bK10624EF

From: "JP.419" <sip:419@< Source IP>>;tag=37EB2C50-1A58

To: <sip:0033142817777 @< Dest IP>>;tag=602450cce3fad16a

Call-1D: 87CE8SE56-AE2E11DF-8E2ADE24-8EFE209D @< Source IP>

CSeq: 101 INVITE

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, INFO

Content-Length: 0

010131: Aug 24 05:47:51.751: //-1/xxxxxxxxxxxx/SIP/Msg/ccsipDisplayMsg:



Received:

SIP/2.0 404 Not Found

Via: SIP/2.0/UDP < Source IP>:5060;branch=z29hG4bK10624EF
From: "JP.419" <sip:419@< Source IP>>;tag=37EB2C50-1A58

To: <sip:0033142817777 @< Dest IP>>;tag=602450cce3fad16a
Call-1D: 87CE8E56-AE2E11DF-8E2ADE24-8EFE209D @< Source IP>
CSeq: 101 INVITE

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, INFO

Content-Length: 0

010132: Aug 24 05:47:51.759: //-1/xxxxxxxxxxxx/SIP/Msg/ccsipDisplayMsg:
Sent:

ACK sip:0033142817777 @< Dest IP>:5060 SIP/2.0

Via: SIP/2.0/UDP < Source IP>:5060;branch=z29hG4bK10624EF
From: "JP.419" <sip:419@< Source IP>>;tag=37EB2C50-1A58

To: <sip:0033142817777 @< Dest IP>>;tag=602450cce3fad16a
Date: Mon, 23 Aug 2010 20:47:51 GMT

Call-1D: 87CE8SE56-AE2E11DF-8E2ADE24-8EFE209D @< Source IP>
Max-Forwards: 70

CSeq: 101 ACK

Allow-Events: telephone-event

Content-Length: 0



Dial Peer configuration.

dial-peer voice 33 voip

description ***Dial-Peer for france***
destination-pattern 033T

session protocol sipv2

session target ipv4:<Avaya IP>
dtmf-relay rtp-nte

codec g711ulaw

no vad

dial-peer voice 133 voip

description ** dial-peer for france **
destination-pattern 0033T

session protocol sipv2

session target ipv4:<Avaya IP>
dtmf-relay rtp-nte

codec g711ulaw

no vad



